Hul2o] 7jel AR w3 7)ot

— = L5 - uau O L B3 _l
70}6}Eﬁ}-Tv %}b}%*! 701_7(:)] q :
TSy A s, rItisty HREse, Uity s Alsst

{"hrkang, ‘swyun, ‘ktkangl@hanyang.ac.kr

Enhancing Cloud Speech Recongnition Service Using Adverserial Attacks

Haram Kang', Sangwoon Yun’, Kyungtae Kang"

" Dept. of Applied Artificial Intelligence, Hanyang University
* Dept. of Computer Science and Engineering, Hanyang University
* Dept. of Aritificial Intelligence, Hanyang University

Qo

S249E J]uie] 94 914 Al 2ola SR Ao] WastA] R Tl5-S AMSAE S HolElS sk I site] Sa2)
e Qlstel A AR E= 7 FE E2 QIeh Zejolu TKE 0F7I°* & olth 0131 A siEsH] Sl 2 =wollAe
K%[HK% 5'_7:1 7]HH4§ %}_g_?_} /\HEQ_ 7Ho] xﬂi H3 7}9]. HH:HO xﬂo}o]-q. o] HH:HO olaﬂ J—] o]M /\]ioﬂ 7]-_6')_}\10} io]xe Kﬂ:ﬂfd
oMIS £713toM SRt QA Aetr = wkx ) 290] MAL Aeke = SX|st). wav2vece 2.0 3%1; 235t 24 ﬂ*_M xvectorg o]&
gt et 1A HElS Fal, i R Be 9 2/ AL A= Ao]9] trade-off S 7RI A Zif, 20%9 vleS 7H ko|=E
Fol9e W, 54 YA 0.289 WERS RAIEHA S} Q1A0] A= 4.5%2 3457 dasks 2 %“’JOF“‘E}

I.A4g CNN 7]gte] E4 x&719 AEIAE YEQ IR /o]
SR 79He] 34 QA ME|AE AREA] Holdut Ade A Qlol, &4 HlolEg] QJuiAl EAZ 25T 4 Al dlig 222 53,0004]
AP0, L/AgT A Agtol] AX Oofst FEIE AEEY Q. IF 2] 2] gl HlojElE AM 5ol 08 5 2/ Al A
SHAIRE o] AH|AE 94 AW E0] 5/ R Ad E A2] Aol o 3 ol 22 2
A, AREALR] 7Rl A8t & flRdo] AERIE & HlolB= AR ol wav2vec 2.0 BES ARESHL, U] 242 F9ll 4452 ZIAdetiTh
A9l 4l vi7kst AR gatsl 9lon], o) glojE] O A] A&AfO] I
2lolHA] Aloll= A4d 4 Qlrt iii. X-vector
2 =i Heo efRf Aldo] JQA| oFe 7w AuiA 34 X-vector [4]= 5789 LR EAS YHY WE = §igtslo] AL Al
Z-8sto] 27 dlole] U9l 1} 24 FEE d=dlsio] AREAY 7H° Hof| A&l = 2ok DNNZ Z-&slo] 3iX19] 3/d ok 531 7
E o5 3l £ 9le Al TS AR 7RI ol =S S WE JE= FE6l1, ol2fst S4 HEE o] &al SIS AT

m r_El,
N
~
rII.
1
)

i)
>~

oZi m\o

m\

8t Ao HES Bl Y tlole9] 8/ FA e 7180 25 2 Aok 2EYE S/ tlolElRt X-vectorS ARESte] SHAL Q14
= AAIOHHA, AT FE 252 offA ofo] 7)) E Be 52 Y 2dlg ST
A7le e 5B 3.
m A3
1. uj7g A]A] 2 Ao 542 AGiA 3AS Z8oto], 4 34 Also 7EAIt
i. oA F2(Adversarial Aattack) o] 25 Z7Tolo] A} RS OeA0 7 FES5h= 711} sAloll, &4
Ao 342 ojileld daelgo] Uish Qle FEE &8ote]  MAF FHE fAJohs WekE EAlshs Zlojot. o5 fjofl, ¥ 573

HAIZY QIRl0] 242 AR HHS SHeF fesks YA 54 218 OlHY 7RRAIRY ko2t Z7hE 3/ HolHE Hlal A1l o i
ouieith. & Aol 7FRAIR ko] =8 ARG A 342 Fall oF  AolA 0|27t st 1A etof ofEl FFS DIRIEA], 12jal 24

A QAL mddlo] o 2 Hlol89] eAtE RE RS Al TAF FEteofl e ojmet Hart QlEA] F7ggi)
glolel= 271 2] @ go]EjAlQl LibriSpeech train-clean-360 [5]2
ii. wav2vec 2.0 A5 Sl HlojEl= o] QU]QE S =93} 360A]7t Hafo] 24

wavzvec 2.0 [3]2 202018 mo]A%ofo] /Rt FlAl H2ld 2=, HoEMloR, spat 9 A YRS melstal Atk & 104,010709) &4

&4 A=) oy HoEE Al shssl 24 UM e TPARIG oz dEof /len, o] &, 92,664719] 2 Hlolez Hstglon,

3 9] 11,350719] w2 g7} HlofEl = d7dstel &4 % 7} HolE S

T 1 H}o] Q01 ZA| -G 3H 2 912 2L o] 7IE H7} glojEl] 7}$}\|??]' Lo|=E 10%2] &
AR 7HIA & 1K 2£9] ko|= 7} Ho[elS FHsieitt




1. ko|x u|go] T2 skt A4 U &4 A B} 2t

10]= H1&(%)
e, 0 10 20 30 40 50 60 70 80 90 100
X QA (WER) | 016 | 020 | 028 | 041 | 05 | 070 | 08 | 08 | 093 | 09 | 098
3t} QAL (%) 917 | 106 | 450 | 250 | 160 | 120 | 110 | 068 | 051 | 050 | 045

1.0

80 1
[ 0.8

60

40

Speaker Recognition (%)
Voice Recognition (WER)

=}
»

204

0.2

04 ® d L L ®

0 20 40 60 80 100
Noise Rate

23 1. ko]x ulgo] B2 st 94 WeEet 84 914 WER

S, et Q1A A-dofiad= ol AR S &3l 2 244 tolE]
ofl th&she kA IDS tigsteict. Hlofe] HAj] 2
olgsll & 92199 a9 2/ TIolEE AT
Adam AAe} 42|52 ARESINCH, &4 e T
A3kst CrossEntropyLossg A-£313iCt.

&7 YA AP wavlvec 2.0 ZES AHESIGIOH, UIN] £4S 517
98l Transformers [6] 2fo]B2{2}g &-&51%ict. 37 dlo|elet sl A
At Hlo[ES R§get 7, Dataset 22AS 283t 24 % F7F TAIN
tlolEl2 g0z #8884 Qle= 51t} E3h wav2vec2-base &
28 7]8ko 2 wav2vec2ForCTC 2242 &83lo] X 242 st
F|Kot 4ot e 27 AdamWeoF CTCLoss7H AREE I

5712
él-A ﬂx—loﬂ}dh
2242 25

3, X-vector 3

V. A9 2

2 A0 ol % ¥]82 10%4 371 ol x tloleple 28
el A £91 SIS - Wleloith oict 94 e Beiel oy
ol o3l o5l 2okt A HF 2ol Axlste 2ol2e] A4S 53
HEES S40tel Y5 Wlston] g4 o4 Bl AAE HAsey
U2 HAE 719| xjolg 2ozt WERS AL831o] 45 /11t &
13} 239 12 242 ol % u|go] w2 aha} 9I4je] gateet 4 gl

JmE e Holck

5 &4 24 090l 190 el kolxE SIE . ol
9] WER®! 0.16 th] 0.289] QMJA91 WERS SAlsk= 7S
k. 91, 3t Q14 Ble 4o ol o] ofs) Hetes}
Aashs 702 Uehich

-
rr o o
|

>'o>‘n.lﬁh:

)
32 1o

N
e
IS 52 1z
o

)
(o))
X
g
oy
i
ilt

ot

V.1 #

ARl AtolAs 7HAI ol =E FEsto] AohY ofFlE %‘H sl
U, AR 10]z0] Hlo] A% F-F7F dPgAolict. ool w2t = A
oflAl 7FAIQt ro|=o] Bxor Mg A5t TS Chfst 499 A
A oFlE AT Aol L 7ERAIE o= Qo ThE 7Y
0|25 AEsto] Ao] YHE Y ool

& A7e 229 Bt aPgollA 2 84 Aleol Ao 5249 ans
A5t 23 Aoe 2 ol Aoy g Agstol &t
A 7N FE B3 oke Tidske o 242 %E Aol

51, ot Aol s} Ale) HEPYS ARl AR B 258 7}
SOt Aee Mot 2o2o] Ao Bk HHe il AR vE
A|52 ol2ts 04 Aoje 340) BBA 28 K54 ARIto K J24
713 2% A4 A 201H 719 B B50) 2 S T

2 =2oHE 2240 84 oA Mulac) il A BEE el
s &ole 2w Adue ahskld. o] A
oA 7FRAISH o] =5 37 TolEfofl F7Ite2M, SR} QAo B
o Y FRA 4 A Hatee Alhe Wokg Rl Alg
£3) i} QA T 0]x0] ] go] WAGlo] ol x7} 27t 3
0=tk 91.7%9 oA 10.6%=2 A Faske Je s ¥
7ol S Q14 RL 20% H]g2] 0|2l 0|77} G TlofEle]
WERTH gAlet WERS I3k 742 SHlsloict. of2jet Aute, 57 )
£9] wo|RE 235t A)A ZAo] 24 QA 7152 A5li5HA] YO HA

=20 - 71 a o L =
SIR} Q1419 K%ﬂg% Lkxo], 7Ho]7\1y_ B350 giAloz & Q}_Q.E 2 0]
= AARITE o= 84 Q4] 71eo] 7l Y Boot 459 s ¢
N2e F2UE ABY 4 ot

o WO

e m[o

-

c

rok n\o

ACKNOWLEDGMENT
0] =52 904U T AB(IB|SA Y EAIN0] (YO AYEA|EIH
71940] X1 9L ol 2348 A7Y (No.RS-2022-00155885, ABAI55

[1] KISA, "Analysis of personal information processing and user
protection scheme in speech recognition based service," 2019.
[Online]. Available:
https://www.kisa.or.kr/201/form?postSeq=12013.

2] 1%, 318, “ABAls Bolgt M B2 Fusles), A 413
A 13, pp. 30-37, 194 2023.
[3] A. Baevski, Y. Zhou, A. Mohamed, and M. Auli, "wav2vec 2.0:

A framework for self-supervised learning of speech
representations,” in Advances in Neural Information Processing
Systems., vol. 33, pp. 12449-12460, 2020.

[4] D. Snyder, D. Garcia-Romero, G. Sell, D. Povey, and S.
Khudanpur, "X-vectors: Robust DNN embeddings for speaker
recognition," in 2018 IEEE International Conference on Acoustics,
Speech and Signal Processing, pp. 5329-5333, 2018.

[5] V. Panayotov, G. Chen, D. Povey, and S. Khudanpur,
"LibriSpeech: an ASR corpus based on public domain audio
books," OpenSLR, Apr. 2015. [Online]. Available:
https://www.openslr.org/12.

[6] T. Wolf, L. Debut, V. Sanh, J. Chaumond, C. Delangue, A. Moi
et al., "HuggingFace's Transformers: State-of-the-Art Natural
Language Processing,” Jul 2020, arXiv:1910.03771v5



